Signaling Message

SIP Call Message —

INVITE sip: 1010@172.19.5.146:5060 SIP/2.0

Via: SIP/2.0/UDP
172.16.94.1:5060;branch=z9hG4bk5e52a3d0; rport=5060; received
=172.16.94.1

Max-Forwards: 70

From: "SLIWA PAWEL" <sip:9932@172.16.94.1>;tag=as63fb414a

To: <sip:1010@172.19.5.146:5060>

Contact: <sip:9932@172.16.94.1:5060=

Call-1D: 702babc3537f93ab5bb3d6b921c0d088@172.16.94.1: 5060 E

CSeq: 102 INVITE

User-Agent: opencomphbx

Date: Fri, 01 Sep 2017 13:27:19 GMT

Allow:
INVITE,ACK, CANCEL, OPFTIONS, BYE, REFER, SUBSCRIBE,NOTIFY, INF
O,PUBLISH

Supported: replaces, timer

Remote-Party-10: "SLIWA PAWEL"
<s5ip:9932@172.16.94.1=;party=calling; privacy=off;screen=no —!

Content-Type: application/sdp

Content-Length: 492

v=0

o=root 722089948 722089948 IN IP4 172.16.94.1
s=Asterisk PBX certified/11.6-cert15

c=IN IP4 172.16.94.1

t=00
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Date: Fri, 01 Sep 2017 13:27:19 GMT 1
Allow:
INVITE,ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE,NOTIFY, INF
O,PUBLISH
Supported: replaces timer
Remote-Party-10: "SLIWA PAWEL"
<5ip:19932@172.16.94.1>;party=calling; privacy=off;screen=no
Content-Type: application/sdp
Content-Length: 492
v=0

o=root 722089948 722089948 IN IP4 172.16.94.1
s=Asterisk PEX certified/11.6-cert15

c=IN IP4 172.16.94.1

t=00

m=audio 14074 RTP/SAVP 8 0 101

a=rtpmap:8 PCMA/8000

a=rtpmap:0 PCMU/3000

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-16

a=ssrc:455810221 cname:ldjWoB60jbyQIRGe

a=ssrc:455810221 mslabel:6994f7d1-6ce9-4fbd-acfd-84e5131caz2e2
a=ssrc:455810221 label:Doubango

a=ptime:20

a=sendrecv

a=crypto:1 AES_CM_128_HMAC_SHA1_80 inline:0vMVimme9GGX00f0fFQwapiNcElK1 IBsNLsMESWOD
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Signaling Message

SIP Call Message
SIP/2.0 180 Ringing
CSeq:

Call-1D:

From:

To:

Via:

Content-Length:

SIP Call Message
SIP/2.0 200 OK
CSeq:

Call-1D:

From:

To:

Via:

Allow-Events:
User-Agent:
P-RMX-Info:

Allow:

Require:

Supported:

Contact:

Content-Type:

Session-Expires:

102 INVITE
702babc3537f93absbb3d6b921c0d088@172.16.94.1:5060
"SLIWA PAWEL" <sip:9932@172.16.94.1>;tag=as63fb414a
<=ip:1010@172.19.5.146:5060=>;tag=38f9b5ch

SIR/2.0/UDP
172.16.94.1:5060;branch=z8hG4bk5e52a3d0; rport=5060; received=

172.16.94.1
0

102 INVITE
702babc3537f93ab5bb3deb921c0d088@172.16.94.1: 5060
"SLIWA PAWEL" <sip:9932@172.16.94.1>;tag=as63fb414a
<gip:1010@172.19.5.146: 5060 ;tag=38f9b5ch

SIP/2.0/UDP
172.16.94.1:5060;branch=z9hG4bK5e52a3d0; rport=5060; received

=172.16.94.1
conference, refer,conference
Polycom/Polycom RMX 1800/8.7.3

m,c,1024000,101,a

INVITE,ACK, BYE, CANCEL, INFO,OPTIONS, UPDATE, PRACK, SUBSCRI
BE,NOTIFY,BENOQTIFY

timer

tdialog,timer,100rel,ms-conf-invite, ms-early-media,plcm-ivr-
service-provider, replaces,resource-priority, histinfo,ms-safe-
transfer,ms-sender

"inbound”
<sip:1010@172.19.5.146:5060;transport=udp=>; proxy=replace

application/sdp

1800;refresher=uac

Content-Length: 286

v=0

o=- 1504272439 80936961 IN IP4 172.19.5.150

s=Asterisk PEX certified/11.6-cert15

[ 9932 ] [ srvkravcmatl ] [ srvkravorposl ]
172.16.594 .1 :5060 172.19.5.146 172.19.5.150:5061

15:27:19.95 - 2. SIP IWVITE

Address Tranzlation
Fip_uri
Siprl0l0e172,19.5. 1465060
connect_wveq :
=ip:1010@172.19.5.146:5060

15:27:19.605 - 7. SIP 180CINVITED

15:27:49.655 - 13, SIP INVITE

15:27:19.712 - 14, SIP 150CINVITEY

15:27:19.826 - 15, SIP Z00CINVITE)

Bandwidth
Requested: Gdkbps
Approved s Gdkbps

]

15:27:19.971 - 22, SIP 200CINVITED

15:27:20.,016 - 23, SIP BYE

15:27:20.032 - 25, SIP ACK

15:27:20.033 - 30. SIP 200(BYE)

15:27:20.043 - 31. SIP BYE

15:27:20.416 - 34, SIP BYE

15:27:20.122 - 37, SIP 200CEYED




